Release Notes for V1R0.5.2
Date Nov 19" 2012

Fixed Items — Release V1R0.5.2

These problems have been fixed:
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after disconnect (F50) the stations are still ringing (ISDN calls)

NAX: F50 should stop sending vlan-method=1 if DHCP is off
NA10479132:--: F50 System reset if Provider is DTAG All IP Trunk
memory leak from httpd ??? (login via WBM was not possible)
NA10359717:--: voice system nicht erreichbar

NAO00000000:--: message missing final NOTIFY with subscription-state
HiSat: OpenSSL ECDSA Timing Attack

HiSat: Multiple security fixes for OpenSSL
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HiSAT: Vulnerability Expat XML Parser 1.x, 2.x DoS Vulnerability
NAO00000000:--:System IP address lost after deleting ext. gateway
SIP2: check for private IP address

VolP: G.726 bit endianess fixed (Audio Codes, DANUBE),
Symptom: Bad audio when using G.726.

After rerouting with announcement to team are missing audio channels
between VolP and TDM

Allow telephone keypad variant switching for doorintercom units
for max. 2 variants

Symptom: For external incoming calls, forwarded back to external,
the ARS special trunk route selection is not executed, but instead the call is

routed via standard ClassOfService configured trunk routes.

Symptom: Routing to team subscriber drops call to misdial rerouting if team
subscriber is a virtual one (MSN exists, but not assigned to any terminall).
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Symptom: VMS registration rejected when using default admission
AdmissionDefault_forbidden.

Symptom: If session timers are active (e.g. 120 seconds) no incoming calls
from "DeutschlandLAN" are possible, because all calls will be rejected.

No intern dialling possible if auto trunk request enabled and
SIP provider is down or busy

No blind transfer from VMS with anonymous number
The subscriber A is disconnected after 30 minutes of 3PTY

Symptom: Under some circumstances the SIP stack seems to burst outgoing
message retries, generating full CPU load.

The device panics under suspicious circumstances during tunnel
establishment.

Symptom: After a failed re-registration no further attempts were made to
register again at provider.

Symptom: Panic can occur when running multiple parallel STUN requests.

Known Issues — Release R1V0.5.2

Telekom All-in-One Call&Surf Voip-Provider might be reconfigured to another codec-list

which is using G.711pLaw only. Then the default Codec List in the Octopus F50 has to be

adapted. Otherwise there is the possibility of no voice connections, e.g. if an external voip

call to an analogue or ISDN device will be transferred to a voip-telephone.

No Open Issues

none

Issued by Teldat Project Management



